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data, one or more possible switchover positions in the wave-
form data are prestored, and one set of waveform data is
reproduced in accordance with the passage of time. During
reproduction of a first set of waveform data, a second set of
waveform data is designated at given timing in response to a
user’s instruction. Control is performed such that the wave-
form data to be reproduced is switched from the first set of
waveform data over to the second set of waveform data in
response to waveform data reproduction timing arriving at
one of the possible switchover positions indicated by the
switchover position information corresponding to the second
set of waveform data. Reproduction of the second set of
waveform data is started at the switchover position corre-
sponding to the reproduction timing.
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AUTOMATIC PERFORMANCE TECHNIQUE
USING AUDIO WAVEFORM DATA

BACKGROUND

The present invention relates generally to automatic per-
formance techniques for reproducing tones of music (melody
or accompaniment) using audio waveform data, and more
particularly to a technique for controlling switchover timing
of waveform data to be used for reproduction.

There have heretofore been known automatic performance
apparatus which prestore an accompaniment pattern data set
representative of an arpeggio pattern, bass pattern, rhythm
pattern, etc., and which perform an automatic performance of
tones on the basis of such a prestored accompaniment pattern
data set. Note that, in this specification, the term “tone” is
used to refer to not only a musical sound but also a voice or
any other sound.

Generally, an accompaniment pattern data set has a prede-
termined length, such as a length of several measures, and the
automatic performance apparatus can execute a continuous
performance for a plurality of measures by repetitively repro-
ducing the accompaniment pattern data set. In such a case,
however, the performance tends to become monotonous
because it is based on mere repetitive reproduction of the
same accompaniment pattern data set (hereinafter referred to
as “main pattern”). To avoid such monotonousness, it has
been conventional to prepare in advance, separately from the
main pattern, sub accompaniment pattern data sets (herein-
after referred to as “sub patterns™), such as fill-in, break and
ad-lib patterns, each comprising data of a predetermined
length (e.g., length of only one measure) shorter than the
length of the main pattern, so that a performance based on a
desired sub pattern can be temporarily inserted, during a
performance based on the main pattern, in response to a
switchover instruction given, for example, by a user orhuman
operator’s operation of a switch. Namely, in response to a
switchover instruction, the performance based on the sub
pattern is executed in place of the performance based on the
main pattern, and, then, upon completion of the performance
based on the sub pattern, the performance based on the main
pattern is resumed.

Japanese Patent Application Laid-open Publication No.
HEI-10-268866 (hereinafter referred to as “Patent Literature
17) discloses an apparatus which, once a switchover from a
main pattern to a fill-in pattern is instructed, immediately
switches the accompaniment pattern reproduction from the
main pattern to the fill-in pattern even though the main pattern
is still in the middle of reproduction. In the apparatus dis-
closed in Patent Literature 1, tone control data defined in
accordance with predetermined standards (e.g., MIDI data
defined in accordance with the MIDI standards) are used as
accompaniment pattern data.

Further, as the accompaniment pattern data, tone wave-
form data (audio waveform data) obtained by sampling an
actual musical instrument performance, human voices, natu-
ral sounds or the like are sometimes used in addition to the
aforementioned MIDI data. In the case where control data,
such as MIDI data, are used as the accompaniment pattern
data, the automatic performance apparatus can generate tones
at a desired performance tempo, without causing any tone
pitch change, by changing a readout speed or rate of event
data (more specifically, note events, such as note-on and
note-off events). It is also known that, in the case where audio
waveform data are used as the accompaniment pattern data,
on the other hand, the automatic performance apparatus can
generate tones at a desired performance tempo, without caus-
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2

ing any tone pitch change, by performing time stretch control.
In this specification, the term “time stretch control” is used to
refer to “compressing audio waveform data on the time axis”
(time-axial compression) and/or “stretching audio waveform
data on the time axis” (time-axial stretch).

Further, Japanese Patent Application Laid-open Publica-
tion No. 2001-312277 (hereinafter referred to as “Patent Lit-
erature 2”) discloses an apparatus which is constructed to
output a tone generated on the basis of audio waveform data
and a tone generated on the basis of MIDI data in synchro-
nism with each other by changing, for each predetermined
period corresponding to a performance tempo (e.g., for each
measure), a reproduction position of the audio waveform data
at each predetermined periodic time point (occurring every
such predetermined period) to a predetermined position asso-
ciated in advance with the predetermined period, in order to
allow the reproduction position of the audio waveform data to
match the reproduction position of the MIDI data per such
predetermined period.

In the prior art apparatus disclosed in Patent Literature 2, it
is conventional to perform control on the audio waveform
data ofa predetermined length at predetermined periodic time
intervals (i.e., at each predetermined periodic time point).
Thus, if a pattern switchover instruction is given at a time
point different from the predetermined periodic time point,
more specifically at a given enroute time point within a mea-
sure other than a measure boundary position, switchover con-
trol for effecting a switchover from a main pattern to a fill-in
pattern is performed following arrival of the next measure.
However, even for the audio waveform data, inability to
switch from a main pattern to a fill-in pattern in immediate
response to a pattern switchover instruction is inconvenient
and undesirable. To avoid such inconveniency, it is conceiv-
able to perform the switchover control before arrival of the
next measure (period), but performing the switchover control
before arrival of the next measure like this would increase a
possibility of causing sound quality deterioration, such as
generation of noise.

SUMMARY OF THE INVENTION

In view of the foregoing prior art problems, it is an object
of the present invention to provide a technique which, in an
automatic music performance based on audio waveform data,
permits at desired timing a switchover between waveform
data to be used for reproduction and prevents sound quality
deterioration of a reproduced tone due to such a switchover.

In order to accomplish the above-mentioned object, the
present invention provides an improved automatic perfor-
mance apparatus, which comprises: a storage section config-
ured to store therein a plurality of sets of waveform data, and
switchover position information indicative of, for each of the
sets of waveform data, one or more possible switchover posi-
tions in the waveform data; a reproduction section configured
to reproduce any one of the sets of waveform data, stored in
the storage section, in accordance with the passage of time; a
designation section adapted to designate, during reproduction
by the reproduction section of a first set of waveform data of
the plurality of sets of waveform data, a second set of wave-
form data of the plurality of sets of waveform data; and a
control section configured to perform control such that the
reproduction section switches the waveform data to be repro-
duced thereby from the first set of waveform data over to the
second set of waveform data in response to waveform data
reproduction timing of the reproduction section arriving at
one of the possible switchover positions indicated by the
switchover position information corresponding to the second
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set of waveform data designated via the designation section,
reproduction of the second set of waveform data being started
at the possible switchover position corresponding to the
reproduction timing.

According to the present invention, switchover position
information is prestored which is indicative of, for each of the
sets of waveform data, one or more possible switchover posi-
tions in the waveform data, and any one of the sets of wave-
form data, stored in the storage section, is reproduced in
accordance with the passage of time. During reproduction of
the first set of waveform data, the second set of waveform data
is designated at desired timing in response to a user’s instruc-
tion or the like. In response to designation of the second set of
waveform data, a switchover from the first set of waveform
data to the second set of waveform data is effected inresponse
to the waveform data reproduction timing arriving at any one
of'the possible switchover positions indicated by the switcho-
ver position information corresponding to the second set of
waveform data, instead of the reproduced waveform being
switched over to the second set of waveform data in immedi-
ate response to the designation of the second set of waveform
data. Reproduction of the second set of waveform data is
started at the possible switchover position corresponding to
the reproduction timing. Thus, even when a switchover
instruction has been given at desired enroute timing other
than a measure boundary position between measures, the
control for effecting a switch over to a newly designated set of
waveform data is performed as quickly as possible prior to
arrival of the next measure boundary position. Further, by
appropriately setting a switchover position (e.g., setting a
switchover position in correspondence with a sound genera-
tion start position of a tone), the present invention can reliably
avoid noticeable sound quality deterioration at the time of a
switchover of waveform data to be reproduced.

The present invention may be constructed and imple-
mented not only as the apparatus invention discussed above
but also as a method invention. Also, the present invention
may be arranged and implemented as a software program for
execution by a processor, such as a computer or DSP, as well
as a non-transitory storage medium storing such a software
program. In this case, the program may be provided to a user
in the storage medium and then installed into a computer of
the user, or delivered from a server apparatus to a computer of
a client via a communication network and then installed into
the client’s computer. Further, the processor used in the
present invention may comprise a dedicated processor with
dedicated logic built in hardware, not to mention a computer
or other general-purpose processor capable of running a
desired software program.

The following will describe embodiments of the present
invention, but it should be appreciated that the present inven-
tion is not limited to the described embodiments and various
modifications of the invention are possible without departing
from the basic principles. The scope of the present invention
is therefore to be determined solely by the appended claims.

BRIEF DESCRIPTION OF THE DRAWINGS

Certain preferred embodiments of the present invention
will hereinafter be described in detail, by way of example
only, with reference to the accompanying drawings, in which:

FIG. 1 is a block diagram showing an example general
hardware setup of an electronic musical instrument to which
is applied an automatic performance apparatus according to a
preferred embodiment of the present invention;

FIG. 2 is a conceptual diagram showing a data structure of
style data sets;
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FIGS. 3A and 3B are conceptual diagrams explanatory of
audio part control information;

FIG. 4 is a flow chart showing an example operational
sequence of automatic performance processing;

FIG. 5 is a flow chart showing an example operational
sequence of an interrupt process;

FIG. 6 is a conceptual diagram explanatory of an example
of audio waveform data switchover control;

FIG. 7 is a conceptual diagram explanatory of another
example of audio waveform data switchover control; and

FIG. 8 that is a conceptual diagram explanatory of timing
deviation correction of the audio waveform data.

DETAILED DESCRIPTION

FIG. 1 is a block diagram showing an example general
hardware setup of an electronic musical instrument to which
is applied an automatic performance apparatus in accordance
with a preferred embodiment of the present invention. The
electronic musical instrument of FIG. 1 performs various
processing under control of a microprocessor comprising a
microprocessor unit (CPU) 1, a read-only memory (ROM) 2
and a random access memory (RAM) 3. The CPU 1 controls
behavior of the entire electronic musical instrument. To the
CPU 1 are connected, via a data and address bus 1D, the ROM
2,the RAM 3, a storage device 4, a performance operator unit
5, a panel operator unit 6, a display section 7, an audio
reproduction section 8, a MIDI tone generator section 9, a
tone control section 10 and an interface 11.

Also connected to the CPU 1 is a timer 1A for counting
various times, such as ones to signal interrupt timing for timer
interrupt processes. For example, the timer 1A generates
tempo clock pulses for setting a performance tempo at which
to automatically perform tones and setting a frequency at
which to perform time stretch control on audio waveform
data. Such tempo clock pulses generated by the timer 1A are
given to the CPU 1 as processing timing instructions or as
interrupt instructions. The CPU 1 carries out various pro-
cesses in accordance with such instructions.

The ROM 2 stores therein various programs for execution
by the CPU 1 and various data for reference by the CPU 1. The
RAM 3 is used as a working memory for temporarily storing
various data generated as the CPU 1 executes predetermined
programs, as a memory for temporarily storing a currently-
executed program and data related to the currently-executed
program, and for various other purposes. Predetermined
address regions of the RAM 3 are allocated to various func-
tions and used as various registers, flags, tables, temporary
memories, etc.

In the storage device 4 is provided a built-in database
capable of storing a multiplicity of various data, such as style
data sets (see later-described FIG. 2) each comprising a plu-
rality of section data. In addition, various control programs
for execution by the CPU 1 may be stored in the storage
device 4. Where a particular control program is not prestored
in the ROM 2, the control program may be stored in the
storage device (e.g., hard disk) 4, so that, by reading the
control program from the storage device 4 into the RAM 3,
the CPU 1 is allowed to operate in exactly the same way as in
the case where the particular control program is stored in the
ROM 2. This arrangement greatly facilitates version upgrade
of the control program, addition of a new control program,
etc.

The external storage device 4 is not limited to the hard disk
(HD) and may comprise any of various recording media, such
as a flexible disk (FD), compact disk (CD-ROM or CD-
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RAM), magneto-optical disk (MO) and digital versatile disk
(DVD). Alternatively, the storage device 4 may comprise a
semiconductor memory.

The performance operator unit 5 is, for example of a key-
board type including a plurality of keys operable to select
pitches of tones to be generated and key switches provided in
corresponding relation to the keys. The performance operator
unit 5 canbe used not only for a manual performance by auser
or human player itself but also as an input means for entering
a chord. Of course, the performance operator unit 5 is not
limited to such a keyboard type and may be of any other type
or form, such as a neck type having strings for selecting a
pitch of each tone to be generated. Namely, in the case where
the automatic performance apparatus of the present invention
is applied to an electronic musical instrument, the electronic
musical instrument is not limited to an instrument of a key-
board type and may be of any other desired type, such as a
string instrument type, wind instrument type or percussion
instrument type.

The panel operator unit 6 includes, among other things,
various operators (operating members), such as a selection
switch for selecting a style data set, a section change switch
for instructing a change or switchover to any one of section
data constituting a style data set, a tempo setting switch for
setting a performance tempo, a reproduction (or play) button
for instructing start/stop of an automatic performance, an
input operator for entering a chord, and setting switches for
setting parameters of a tone color, effect, etc. Of course, the
panel operator unit 6 may also include a numeric keypad for
inputting numeric value data for selecting, setting and con-
trolling a tone pitch, color, effect, etc., a keyboard for input-
ting character and letter data, and various other operators,
such as a mouse operable to operate a predetermined pointer
for designating a desired position on any one of various
screens displayed on the display section 7.

The display section 7 comprises, for example, a liquid
crystal display (LCD) panel, CRT and/or the like. The display
section 7 not only displays any of various screens, such as a
style selection screen, a performance tempo setting screen
and a section change screen, in response to a human opera-
tor’s operation of any of the above-mentioned switches, but
also can various information, such as content of a style data
set, and a controlling state of the CPU 1. Further, with refer-
ence to these information displayed on the display section 7,
the human player can readily perform operations for selecting
a style data set, setting a performance tempo and changing a
section of a selected style data set.

The audio reproduction section 8, which is capable of
simultaneously generating reproduced waveform signals for
aplurality of tracks (parts), generates and outputs reproduced
waveform signals on the basis of audio waveform data given
via the data and address bus 1D. At that time, time-axial
stretch/compression control (time stretch control) can be per-
formed for increasing or decreasing reproduced time lengths
of'the audio waveform data without changing tone pitches of
the audio waveform data. For example, when the user has
instructed a change in a tempo of a reproduced performance,
the audio reproduction section 8 performs the time stretch
control on the audio waveform data in accordance with the
user-instructed tempo. In the following description, the term
“reproduction position” or “current reproduction position” of
audio waveform data is used to refer to a reproduction posi-
tion having been subjected to the time stretch control.
Namely, in the instant embodiment, adjustment of the current
reproduction position is performed on audio waveform data
having been subjected to the time stretch control. Although
the time stretch control for adjusting the time axis of audio
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waveform data can be performed in accordance with any one
of various methods, such methods will not be described in
detail here because they are known in the art. Further, in the
instant embodiment, the audio reproduction section 8 gener-
ates and outputs reproduced waveform signals synchronized
to tones generated on the basis of MIDI data (i.e., a set of
MIDI data).

The MIDI tone generator section 9, which is capable of
simultaneously generating reproduced waveform signals for
a plurality of tracks (parts), inputs MIDI data given via the
data and address bus 1D and generates and outputs repro-
duced waveform signals on the basis of various event infor-
mation included in the input MIDI data, The MIDI tone
generator section 9 is implemented by a computer, where
automatic performance control based on the MIDI data is
performed by the computer executing a predetermined appli-
cation program.

Note that the MIDI tone generator section 9 may be imple-
mented by other than a computer program, such as micropro-
grams processed by a DSP (Digital Signal Processor). Alter-
natively, the MIDI tone generator section 9 may be
implemented as a dedicated hardware device including dis-
crete circuits, integrated or large-scale integrated circuits,
and/or the like. Further, the MIDI tone generator section 9
may employ any desired tone synthesis method other than the
waveform memory method, such as the FM method, physical
model method, harmonics synthesis method or formant syn-
thesis method, or may employ a desired combination of these
tone synthesis methods.

Further, the audio reproduction section 8 and the MIDI
tone generator section 9 are both connected to the tone control
section 10. The tone control section 10 performs predeter-
mined digital signal processing on reproduced waveform sig-
nals, generated from the audio reproduction section 8 and the
MIDI tone generator section 9, to not only impart effects to
the reproduced waveform signals but also mix (add together)
the reproduced waveform signals and outputs the mixed sig-
nals to a sound system 10A including speakers etc. Namely,
the tone control section 10 includes a signal mixing (adding)
circuit, a D/A conversion circuit, a tone volume control cir-
cuit, etc. although not particularly shown.

The interface 11 is an interface for communicating various
information, such as various data like style data sets, audio
waveform data and MIDI data and various control programs,
between the automatic performance apparatus and not-shown
external equipment. The interface 11 may be a MIDI inter-
face, LAN, Internet, telephone line network and/or the like,
and it should be appreciated that the interface may be of either
or both of wired and wireless types.

Furthermore, needless to say, the automatic performance
apparatus of the present invention is not limited to the type
where the performance operator unit 5, display section 7,
MIDI tone generator section 9, etc. are incorporated together
as a unit within the apparatus. For example, the automatic
performance apparatus of the present invention may be con-
structed in such a manner that the above-mentioned compo-
nents are provided separately and interconnected via commu-
nication facilities, such as a MIDI interface and various
networks.

Also note that the automatic performance apparatus of the
present invention may be applied to any other device, appa-
ratus or equipment than an electronic musical instrument,
such as a personal computer, a portable communication ter-
minal like a PDA (portable information terminal) or portable
telephone, and a game apparatus as long as such a device,
apparatus or equipment can execute an automatic perfor-
mance of tones on the basis of audio waveform data.



US 9,076,417 B2

7

FIG. 2 is a conceptual diagram showing a data structure of
style data sets stored in a database provided in the electronic
musical instrument. Basically, the style data sets are created
by a maker of the electronic musical instrument and prestored
in the electronic musical instrument. In addition to such pre-
stored style data sets, the user of the electronic musical instru-
ment can not only additionally store, into the database, a style
data set newly created by the user, but also additionally
acquire a style data set, newly created by the maker or other
user and stored in external equipment (such as a server appa-
ratus), and store the thus-acquired style data set into the
database in place of or in addition to any one of the prestored
style data sets.

Each style data set has, for each of a plurality of sections
(namely, main, fill-in, intro, ending sections, etc.), basic
accompaniment pattern data provided for individual ones of a
plurality of parts, such as chord backing, bass and rhythm
parts. The main section is a section where a predetermined
pattern of one to several measures is reproduced repetitively,
while each of the other sections is where a predetermined
pattern is reproduced only once. Upon completion of repro-
duction of an intro section or fill-in section during automatic
performance control, the automatic performance continues to
be executed by returning to a main section. But, upon comple-
tion of reproduction of an ending section during the automatic
performance control, the automatic performance is brought to
an end. The user executes an automatic performance of a
music piece while switching as desired between sections of a
selected style data set. Typically, an automatic performance
of'a music piece is started with an intro section, then a main
section is repeated for a time length corresponding to a play
time length of the music piece in question, and then the
automatic performance is terminated by switching to an end-
ing section. Further, during reproduction of the main section,
a fill-in section is inserted in response to a climax or melody
change of the music piece. Note that the lengths ofthe accom-
paniment pattern data may differ among the sections and may
range from one to several measures.

In the instant embodiment, style data sets (or styles) are
classified into two major types: a MIDI style (type) where
MIDI data are allocated to all of a plurality of parts (or tracks)
as the accompaniment pattern data; and an audio style (type)
where audio waveform data are allocated to at least one of the
parts (particularly, rhythm part) while MIDI data are allo-
cated to the remaining parts. In FIG. 2, “style 1 is an example
of'the MIDI style including only MIDI parts, and “style 17 is
an example of the audio style including one audio part. The
MIDI data are tone control data including a train of MIDI-
format events, such as note events and tone generation timing,
and the audio waveform data are tone waveform data obtained
by sampling an actual musical instrument performance,
human voices, natural sounds or the like (see FIG. 3).

The MIDI data are created on the basis of predetermined
standard chords and subjected to chord conversion in accor-
dance with a desired chord designated during a performance.
The predetermined standard chords are, for example, various
chords of the C major key, such as major, minor and seventh,
and, once a desired chord is designated by the user during a
performance, tone pitches of notes in the accompaniment
pattern data are converted to match the designated chord.
“MIDI part control information” is information attached to
each style and includes control parameters for controlling an
automatic performance on the basis of MIDI data; among
examples of the MIDI part control information is a rule of the
chord conversion.

“audio part control information” is information attached to
each audio waveform data (more specifically, each audio
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waveform data set) and includes, for example, tempo infor-
mation indicative of a tempo at which the audio waveform
data was recorded (i.e., basic tempo), beat information (ref-
erence position information), sync position information (cor-
rection position information), attack information, onset infor-
mation (switchover position information), etc. Each such
audio part control information can be obtained by analyzing
corresponding audio waveform data and prestored in a style
data set in association with the audio waveform data. In an
automatic performance, control is performed on the auto-
matic performance, based on the audio waveform data, with
reference to the audio part control information. The following
describe, with reference to FIGS. 3A and 3B, details of the
audio part control information.

FIG. 3A shows audio waveform data of one measure, con-
stituting an audio part of an audio style, divided, at positions
of'the beat information (sb1 to sh4) and sync information (ss1
to ss4), into a plurality of waveform segments wl to w8 in a
time-series order. Further, a plurality of waveform blocks
included in the waveform segments w1 to w8 are indicated by
waveform Nos. (e.g., Mo1-Mo6 and Fol-Fo9 in FIG. 3B) in
anascending or descending time-series order. As shown, each
“waveform block™ represents one block of a substantive
waveform that forms a rise phase to a decay phase of a single
tone. “beat information” (sb1 to sb4) is information indicative
of'individual beat timing within a measure of the audio wave-
form data more specifically, the “beat information” is refer-
ence position information indicative of reference positions, in
the waveform data, to be synchronized to reference beats
given as reference timing. “sync point information” (ss1 to
ss4) is correction position information indicative of correc-
tion positions in the waveform data that are different from the
reference positions. More specifically, the “sync point infor-
mation” (ssl to ss4) indicates, as the correction positions,
positions in the waveform data where the waveform ampli-
tude is small or autocorrelation is high, or in other words,
positions in the waveform data which permit waveform con-
nection unlikely to cause sound quality deterioration when a
reproduced waveform signal is generated after correction of a
reproduction timing difference or deviation. In response to a
current reproduction position of the waveform data arriving at
the correction position, the current reproduction position of
the waveform data is corrected to compensate for a reproduc-
tion timing deviation, as will be later described. The instant
embodiment can reliably prevent sound quality deterioration
of'a reproduced tone, by selecting, as the correction position
of the waveform data, a position where no substantive wave-
form data exists or where the amplitude level is zero (0) or
smaller than a threshold value, i.e. a position which has rela-
tively small importance as the waveform or a waveform posi-
tion which has high autocorrelation (namely, a waveform
position where a time or temporal change of the current
reproduction position does not adversely influence quality of
a reproduced waveform), and correcting the current repro-
duction position of the waveform data at the correction posi-
tion. In the instant embodiment, a waveform position where
the amplitude level is the smallest in each of segments demar-
cated by individual beats is set as the sync information, as
shown in FIG. 3A. Further, “attack information™ (Atl, At4,
etc.) is each indicative of a waveform position, in a portion
from a sounding start to a peak position of one of the wave-
form segments w1 to w8, which is most recognizable as a
tone, e.g. a waveform position where the a variation amount
of the amplitude level is the greatest. In the instant embodi-
ment, a peak position where the amplitude level is the greatest
is set as the attack information.
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Waveform data of respective one measures of a main sec-
tion and a fill-in section are shown in an upper region of FIG.
3B, while onset information of the main section and the fill-in
section are shown in a lower region of FIG. 3B. The storage
device 4 stores therein a plurality of sets of waveform data
corresponding to various styles and sections. The onset infor-
mation is information to be referenced when control is per-
formed on timing for a switchover between the main section
and the fill-in section. In the illustrated example of FIG. 3B,
a rise position of each of a plurality of tones (i.e., each of a
plurality of peak waveforms) included in the waveform data is
defined as the onset information. In the illustrated example of
FIG. 3B, the main section has six peak waveforms while the
fill-in section has nine peak waveforms. Thus, individual
waveforms indicated by reference characters Mol to Mo6
and located at rise positions of the six waveforms including
the respective peak waveforms in the main section are set as
the onset information, in the audio waveform data, of the man
section, and individual waveforms indicated by reference
characters Fol to Fo9 and located at rise positions of the nine
waveforms including the respective peak waveforms in the
fill-in section are set as the onset information, in the audio
waveform data, of the fill-in section. Namely, the onset infor-
mation is switchover position information indicative of, for
each of the sets of waveform data, one or more possible
switchover positions in the waveform data.

Note that the structure of the style data sets is not limited to
the above-described. For example, stored locations of the
style data sets and stored locations of the audio waveform data
and MIDI data may be different from each other, in which
case information indicative of the stored locations of the
audio waveform data and MIDI data may be contained in the
style data sets. Also note that the MIDI part control informa-
tion and the audio part control information may be managed
in different locations than the style data sets rather than con-
tained in the respective style data sets. For example, indi-
vidual MIDI data, audio waveform data, MIDI part control
information and audio part control information may be stored
in respective different locations than the storage device 4,
such as the ROM 2 and/or server apparatus connected to the
electronic musical instrument via the interface 11, so that, in
reproduction, the same functions as in the above-described
embodiment can be implemented by the MIDI data, audio
waveform data, MIDI part control information and audio part
control information being read out from the respective stor-
age locations into the RAM 3.

Now, a description will be given about “automatic perfor-
mance processing” performed by the CPU 1, with reference
to FIG. 4 that is a flow chart showing an example operational
sequence of the automatic performance processing. The auto-
matic performance processing is started in response to an
automatic performance start instruction given by the user
with a desired audio style data set selected from among a
multiplicity of style data sets, and it is terminated in response
to an automatic performance end instruction given by the user
or upon completion of reproduction of an ending section.

At step S1, an initialization process is performed, which
includes, among other things, an operation for setting a per-
formance tempo in response to a user’s operation and an
operation for reading out, from the ROM 2, storage device 4
and/or the like, the selected style data set together with MIDI
data and audio waveform data and storing the read-out data
into the RAM 3. At next step S2, an operation for reading out,
from the RAM 3, the MIDI data in accordance with the set
performance tempo is started for a part having the MIDI data
allocated thereto as accompaniment pattern data (such a part
will hereinafter be referred to as “MIDI part”) in a desired
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section designated for reproduction from the selected style
data set. In response to such MIDI data readout, tones based
on the MIDI data are reproduced.

At step S3, an operation for reproducing the audio wave-
form data in accordance with the set performance tempo is
started for a part having the audio waveform data allocated
thereto as accompaniment pattern data (such a part will here-
inafter be referred to as “audio part™). At that time, if the set
performance tempo is different from the basic tempo, control
is performed on an automatic performance based on the audio
waveform data stored in the RAM 3 in such a manner that
tones matching the set performance tempo are generated
through time stretch control performed on the audio wave-
form data. In this way, tones based on the audio waveform
data are reproduced. By the aforementioned operations of
steps S2 and S3, both the MIDI part and the audio part are
reproduced at the performance tempo set by the user; namely,
all parts of the style data set are reproduced simultaneously.

At step S4, a determination is made as to whether any
user’s instruction has been received. If no user’s instruction
has been received (NO determination at step S4), the process-
ing reverts to step S2 and awaits a user’s instruction while still
continuing the reproduction of the MIDI part and the audio
part. If; on the other hand, any user’s instruction has been
received (YES determination at step S4), different operations
are performed in accordance with the received user’s instruc-
tion through a YES route of any one of steps S5, S9 and S12.
More specifically, in the illustrated example, any one of dif-
ferent routes of operations are performed depending on
whether the received user’s instruction is a “section switcho-
ver instruction from a main section to a fill-in section” (step
S5), a “performance tempo change instruction” (step S9) or
an “automatic performance end instruction” (step S12).

If'the user’s instruction is a “section switchover instruction
from a main section to a fill-in section” (YES determination at
step S5), operations of steps S6 to S8 are performed, and then
the processing reverts to step S2. Note that the reception of the
“section switchover instruction from a main section to a fill-in
section” means that, by operating the panel operation unit 6 or
the like during reproduction of the main section, the user has
instructed that a fill-in section be reproduced. At step S6,
audio waveform data and audio part control information of
the fill-in section that is a switched-to section are loaded,
namely, those audio waveform data and audio part informa-
tion stored in the storage device 4 are read into the RAM 3. At
step S7, onset information is acquired from the audio part
control information of the switched-to fill-in section. At next
step S8, of the acquired onset information, onset information
immediately following a current reproduction position of
audio waveform data of the currently reproduced main sec-
tion (i.e., next onset information) is set as “section switchover
timing”.

If the user’s instruction is a “performance tempo change
instruction” (YES determination at step S9), operations of
steps S10 and S11 are performed, and then the processing
reverts to step S2. At step S10, a tempo change ratio between
the basic tempo of the audio waveform data and a newly-set
(i.e., changed) performance tempo is evaluated. At next step
S11, time stretch control (time-axial stretch/compression
control) is performed on the audio waveform data in accor-
dance with the evaluated tempo change ratio. At that time,
sound quality deterioration can be reduced by referencing
attack information of the audio part control information. The
time stretch control is known per se and thus will not be
described in detail here.

The aforementioned operations of step S3, etc. performed
by the CPU 1 and the aforementioned audio reproduction
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section 8 function as a reproduction section constructed or
configured to reproduce any one of the sets of audio wave-
form data, stored in the storage device 4, in accordance with
the passage of time.

An operator (operation member) provided on the panel
operator unit 6 for receiving the user’s instruction of the
“section switchover instruction from a main section to afill-in
section” and the aforementioned operation of step S5 per-
formed by the CPU 1 function as a designation section
adapted to designate, during reproduction by the reproduc-
tion section of a first set of waveform data of the plurality of
sets of waveform data (namely waveform data of the main
section), a second set of waveform data of the plurality of sets
of waveform data (namely waveform data of the fill-in sec-
tion).

Further, if the user’s instruction is an “automatic perfor-
mance end instruction” (YES determination at step S12), end
control corresponding to the automatic performance end
instruction is performed at step S14, and then the instant
automatic performance processing is brought to at end. If, for
example, the automatic performance end instruction is an
instruction for switching from a main section to an ending
section, data reproduction of the ending section is started, in
replacing data reproduction of the main section, in a measure
immediately following the automatic performance end
instruction, and then the instant automatic performance pro-
cessing is brought to an end after control is performed to
reproduce the data of the ending section to the end. If the
automatic performance end instruction is a stop instruction
given via a reproduction/stop button for stopping the auto-
matic performance, the instant automatic performance pro-
cessing is brought to an end by data reproduction end control
being performed compulsorily in immediate response to the
stop instruction.

If the user’s instruction is none of the aforementioned
instructions (i.e., NO determination has been made at each of
steps S5, S9 and S19), other operations corresponding to the
user’s instruction are performed. Examples of the user’s
instruction requiring such other operations include a section
switchover instruction from a main section to another section
than a fill-in section and an ending section, an instruction for
muting, or canceling mute of;, a desired one of currently
reproduced parts, an instruction for switching a style data set
and an instruction for changing a tone color or tone volume.

The following describe an “interrupt process” with refer-
ence to FIG. 5 that is a flow chart showing an example opera-
tional sequence of the interrupt process. The interrupt process
is started repetitively at predetermined time intervals corre-
sponding to clock pulse signals during a time period from the
start to end of an automatic performance. Because time inter-
vals between the clock pulse signals differ depending on a
performance tempo, the time intervals at which the interrupt
process is started (namely, interrupt process timing) change in
accordance with a performance tempo change instruction
given by the user.

At step S21, a count value of a reproduction counter is
incremented by one, namely, value “1” is added to a clock
count that starts in response to the start of an automatic
performance, each time the interrupt process is started. Art
nextstep S22, a determination is made as to whether the count
value of the reproduction counter has reached section
switchover timing. It is determined that the count value of the
reproduction counter has reached section switchover timing,
for example, when the count value of the reproduction
counter has reached timing set as the “section switchover
timing” (see step S8 of FIG. 4), when a switch over to a main
section is effected automatically, i.e. when reproduction of an
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intro section or an ending section has been completed, or
when, after a section switchover instruction from a main
section to another main section or to an ending section was
given, the reproduction position of the switched-from main
section has reached a measure boundary position.

If it is determined that the count value of the reproduction
counter has reached section switchover timing (YES deter-
mination at step S22), audio waveform data to be read out is
switched over to audio waveform data of a switched-to sec-
tion at step S23. In response to the processing at step S23, the
audio reproduction section 8 starts to generate audio wave-
form data of the instructed fill-in section from a switchover
position indicated by the onset information corresponding to
the “section switchover timing”. Namely, if the user has
instructed a switchover from a main section to a fill-in section
(YES determination at step S5 of FIG. 5), data readout of the
fill-in section that is a switched-to section is started once the
section switchover timing set at step S8 is reached, instead of
the data of the switched-to fill-in section being read out in
immediate response to the user’s section switchover instruc-
tion. Such switchover control can advantageously reduce
generation of noise regardless of the timing of the user’s
section switchover instruction.

The aforementioned operations of steps S6, S7, S8, S22,
S23, etc. performed by the CPU 1 function as a control section
configured to perform control such that the reproduction sec-
tion switches the waveform data to be reproduced thereby
from the first set of waveform data (namely, waveform data of
the main section) over to the second set of waveform data
(namely, waveform data of the fill-in section) in response to
waveform data reproduction timing of the reproduction sec-
tion arriving at one of the possible switchover positions indi-
cated by the switchover position information corresponding
to the second set of waveform data designated via the desig-
nation section, reproduction of the second set of waveform
data being started at the possible switchover position corre-
sponding to the reproduction timing.

The following describe how audio waveform data switcho-
ver between sections is controlled, i.e. how inter-section
audio waveform data switchover control is performed, in the
instant embodiment, with reference to FIGS. 6 and 7 that are
conceptual diagrams showing an example of the inter-section
audio waveform data switchover control. Note that the inter-
section audio waveform data switchover control will be
described below in relation to the example of FIG. 3B where
the audio waveform data switchover is from the main section
to the fill-in section.

First, with reference to FIG. 6, the inter-section audio
waveform data switchover control will be described below in
relation to a case where the user has performed a section
switchover instructing operation at a time point around the
midst of a first beat as indicated by a dotted line in the figure.
In this case, if the control for effecting a switchover from the
audio waveform data of the main section to the audio wave-
form data of the fill-in section is performed in immediate
response to the user’s section switchover instructing opera-
tion, reproduction would be started at a halfway or enroute
position of a second waveform (whose rise positionis Fo2 and
which will hereinafter be referred to as “Fo2 waveform™) as
seen in an upper region of FIG. 6. A tone reproduced at an
enroute position of a waveform like this sounds noise, which
is inconvenient and undesirable.

As noted above, rise positions (Fol to Fo9) of individual
waveforms included in the audio waveform data of the fill-in
section are set as the onset information of the audio part
control information (see FIG. 3B). Thus, in this case, the
audio waveform data switchover control is performed in such
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a manner that, instead of the audio waveform data switchover
control being performed in immediate response to the user’s
section switchover instructing operation, reproduction of the
Mol waveform of the switched-from main section is main-
tained until the count value of the reproduction counter
reaches the value of the onset information “Fo3” of the
switched-to fill-in section immediately after the user’s sec-
tion switchover instructing operation so that reproduction of
the waveform data of the fill-in section is started at the head or
beginning of the Fo3 waveform in response to the count value
of the reproduction counter reaching the value “Fo3” (see a
lower region of FIG. 6).

With the aforementioned audio waveform data switchover
control, reproduction of the switched-to fill-in section is
started at the head or beginning ofthe Fo3 waveform, notatan
enroute position of the Fo2 waveform, so that there is no
possibility of noise occurring due to the reproduction from
the enroute position of the Fo2 waveform. Note that, in an
actual apparatus, loading of waveform data of a switched-to
fill-in section is started after a user’s section switchover
instructing operation and thus would take a while. Therefore,
in the instant embodiment, the waveform switchover is
effected in response to the count value of the reproduction
counter reaching the value of the onset information following
and closest to, i.e. immediately following, a time point when
the waveform data loading is completed.

Next, with reference to FIG. 7, the inter-section audio
waveform data switchover control will be described below in
relation to a case where the user has performed a section
switchover instructing operation at a time point immediately
before the Fo8 waveform as indicated by a dotted line. In this
case, if the control for effecting a switchover from the audio
waveform data of the main section to the audio waveform data
of'the fill-in section is performed in immediate response to the
user’s switchover instructing operation, the Fo8 waveform of
the fill-in section wound start sounding immediately after the
attack portion (i.e., highest amplitude-level portion) of the
MoS5 waveform of the main section sounds (see an upper
region of FIG. 7); namely, a so-called “double sounding”
phenomenon where two attack tones are generated in a short
time period would undesirably occur.

In this case, let it be assumed that the inter-section audio
waveform data switchover is effected at a first waveform rise
position following the user’s switchover instructing opera-
tion as in the case of FIG. 6. Namely, reproduction of the Mo5
waveform of the switched-from main section is maintained
until the count value of the reproduction counter reaches the
value of the onset information “Fo8” of the switched-to fill-in
section immediately after the user’s switchover instructing
operation so that reproduction of the waveform data of the
fill-in section is started at the beginning of the Fo8 waveform
in response to the count value of the reproduction counter
reaching the value “Fo8”, as shown in a middle region of F1G.
7. However, even though the waveform data switchover from
the main section to the fill-in section is effected at the “Fo8”
time point that is a waveform rise position of the fill-in sec-
tion, the respective attack portions of the Mo5 waveform and
the Fo8 waveform are still reproduced in a short time period,
and thus, in this case too, “double sounding” phenomenon
would undesirably occur.

Therefore, in this case, given waveform positions “Fol' to
Fo9" slightly earlier than the individual waveform rise posi-
tions “Fol to Fo9” included in the waveform data of the fill-in
section are set in advance as the onset information of the
audio part control information, as shown in a lower region of
FIG. 7. More specifically, the onset information Fo8 is
changed to Fo8' in such a manner the rise position of the Mo5
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waveform of the main section and the position Po8' substan-
tially coincide with each other. For the other onset informa-
tion (Fol, Fo2, . . .) too, optimal positions (Fol', Fo2',...)
may be set through comparison between individual wave-
forms included in the waveform data of the two sections.
Namely, the onset information of the audio control data need
not necessarily be information indicative of waveform rise
positions. Namely, according to the instant setting scheme,
the onset information of the switched-to fill-in section imme-
diately following the user’s switchover instructing operation
is “Fo09" instead of “Fo8”. Thus, the switchover control is
performed such that reproduction of the MoS5 waveform of the
switched-from main section is maintained until the count
value of the reproduction counter reaches the value of the
onset information “Fo9" so that reproduction of the wave-
form data of the fill-in section is started in response to the
count value of the reproduction counter reaching the value
“Fo9". Thus, it is possible to provide a solution to the afore-
mentioned double sounding problem.

Referring back to FIG. 5, a determination is made at step
S24 whether the count value of the reproduction counter has
reached predetermined evaluation or measurement timing,
such as timing of a beat (i.e., beat timing). If it is determined
that the count value of the reproduction counter has reached
the predetermined measurement timing (YES determination
of'step S24), a deviation of a current reproduction position of
the waveform data relative to reference timing (i.e., reproduc-
tion position of the MIDI data) is measured at step S25 on the
basis of the beat information (sb1-sb4) stored together with
the waveform data. Namely, because the beat information
(sb1-sb4) is stored in association with the waveform data, a
reference position (beat position), in the waveform data, cor-
responding to each beat timing can be identified by the beat
information. The YES determination at step S24 means that
the reference timing (i.e., reference beat timing) has been
reached. At step S25, measurement is made of a deviation
between the current reproduction position of the waveform
data and the reference position (i.e., one reference position
that should come next) of the waveform data identified by the
beat information. If the current reproduction position of the
waveform data coincides with the reference position, the
deviation is zero (0). If the current reproduction position of
the waveform data is ahead of or behind the reference posi-
tion, the deviation indicates a positive or negative value other
than zero. The deviation amount measured at step S25 is
temporarily stored into the RAM 3.

The reproduction counter and the CPU 1 that advances the
reproduction counter in accordance with a performance
tempo, etc. function as a reference timing advancing section
that is constructed or configured to advance the reference
timing in accordance with the passage of time. Further, the
operations of steps S24 and S25 performed by the CPU 1
function as a measurement section that, in response to arrival
of the reference timing, measures a deviation between the
current reproduction position of the waveform data and the
reference position of the waveform data indicated by the
reference position information.

With a NO determination at step S24 or after step S25, the
interrupt process goes to step S26, where information indica-
tive of the current reproduction position of the waveform data
is acquired. At next step S27, a determination is made as to
whether the acquired current reproduction position of the
waveform data coincides with a correction position (i.e., a
correction position that should come next, i.e. a sync point), in
the waveform data, indicated by the sync point information
(ss1-ss4),1.e. whether the acquired current reproduction posi-
tion coincides with sync point timing. If it is determined that
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the current reproduction position of the waveform data coin-
cides with the correction position or sync point timing (YES
determination at step S27), the current reproduction position
of the waveform data is corrected in accordance with the
deviation amount measured at the last measurement timing
(reference beat timing) to compensate for a time or temporal
deviation of the current reproduction position of the wave-
form data relative to the reference timing (reproduction posi-
tion of the MIDI data), at step S28. For example, if the current
reproduction position of the waveform data is delayed behind
the reference timing (reproduction position of the MIDI data),
the current reproduction position of the waveform data is
corrected to advance by the delay time at a first correction
position (sync point) after the measurement timing at which
the delay has been detected. Namely, reproduction of the
waveform data is continued from the current reproduction
position having been corrected to advance, as will be later
described in detail with reference to FIG. 8. The operation of
step S28 performed by the CPU 1 functions as a correction
section that, in response to the current reproduction position
of the waveform data reaching the correction position (sync
point) indicated by the correction position information (sync
point information), corrects the current reproduction position
of the waveform data in accordance with the measured or
evaluated deviation. At next step S29, a tone generation pro-
cess is performed for each of the parts; for example, if there is
any MIDI event at the current timing, generation or deadening
of'a tone and any other tone generation control operation are
performed on the basis of the MIDI event.

The following describe a timing deviation between the
reference timing (i.e., reproduction position of the MIDI data)
and the reproduction position of the audio waveform data
with reference to FIG. 8 that is a conceptual diagram explana-
tory of timing deviation correction of the reproduction posi-
tion. Here, the timing deviation correction will be described
in relation to a case where reproduced waveform signals are
generated with time stretch control performed on the wave-
form data of one measure shown in FIG. 3A. Thus, the indi-
vidual waveform segments w1 to w8 of the audio part shown
in FIG. 8 are waveform segments having been subjected to the
time stretch control.

In the instant embodiment, at the reference timing of each
beat (i.e., beat timing of the MIDI data), a deviation of the
current reproduction position of the audio waveform data
relative to the reference timing is measured, and, if there is a
deviation other than zero (0) or greater than a predetermined
threshold value, the current reproduction position of the audio
waveform data is corrected in accordance with (by an amount
corresponding to) the measured deviation amount so that it
can be synchronized with the reference timing (reproduction
position of the MIDI data). Namely, whereas the MIDI data
are accurately read out and reproduced at a performance
tempo designated by the user, the audio waveform data would
not necessarily be accurately reproduced at the designated
performance tempo because they are influenced by errors
caused by the time stretch process. Therefore, in the instant
embodiment, the current reproduction position of the audio
waveform data is adjusted, using the reproduction position of
the MIDI data as the reference timing, to coincide the refer-
ence reproduction position of the MIDI data, so as to achieve
synchronized reproduction of the waveform data and the
MIDI data. As shown in FIG. 8, at the reference timing of the
first beat of the first measure (i.e., reproduction timing of the
first beat of the MIDI data, which is indicated by “1-1” in the
figure), the reference position in the waveform data indicated
by the beat information (sbl) coincides with the reference
timing “1-1”, and there is no “deviation” between the refer-
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ence reproduction position of the MIDI data and the repro-
duction position of the waveform data. Therefore, no correc-
tion of the reproduction position of the waveform data is made
at the correction position (sync point) ss1.

In the illustrated example of FIG. 8, there has occurred a
deviation between the reference reproduction position of the
MIDI data and the reproduction position of the waveform
data at the reference timing of the second beat (1-2) of the first
measure. Namely, at the reference timing of the second beat
(1-2) of the first measure, the reference position (sb2), in the
waveform data, indicated by the beat information (sb2)
should be the current reproduction position. However, in the
illustrated example of FIG. 8, the waveform segment w2
having been slightly stretched by the time stretch control is
still being reproduced at the reference timing of the second
beat (1-2) of the first measure, and the reference position
(sb2) that is a start position of the next waveform segment w3
has not yet been reached. Thus, at the reference timing of the
second beat (1-2) of the first measure, measurement is made
of a deviation amount (indicated as Atl) between the current
reproduction position of the currently reproduced waveform
segment w2 and the reference position (sb2) indicated by the
last beat information (see steps S24 and S25). As an example,
the deviation amount (Atl) is represented by the number of
waves or cycles (e.g., 694 waves or cycles).

In response to arrival of the correction position (sync
point), in the waveform data, indicated by the first sync point
information (ss2) after the reference timing of the second beat
(1-2) of the first measure, i.e. in response to arrival of the
leading or first reproduction position of the next waveform
segment w4, an operation is performed for advancing the
current reproduction position of the waveform data by the
measured delay amount Atl (see steps S27 and S28). Basi-
cally, such correction is effected by changing a reproduction
position, located later than the first reproduction position of
the waveform segment w4 by the delay amount Atl, to the
current reproduction position. It is assumed here that cross-
fade synthesis known in the art is applied in order to allow the
current reproduction position change to be effected smoothly.
Namely, reproduction of the waveform segment w4 is started
while being subjected to fade-in control from a position later
by the delay amount At1 than the first reproduction position of
the waveform segment w4 (namely, the first reproduction
position of the waveform segment w4 is virtually advanced to
a position ss2'), and simultaneously, reproduction of the
remaining portion ofthe preceding waveform w3 is continued
while being subjected to fade-out control. By thus intercon-
necting waveforms to be reproduced per track (see hatched
portions in the figure), the instant embodiment allows cur-
rently-reproduced waveforms to be switch smoothly at the
time of synchronized reproduction. In the aforementioned
manner, a reproduction timing deviation of the waveform data
relative to the reference timing can be eliminated at the cor-
rection position (ss2), so that the current reproduction of the
waveform segment w4 is returned to a correct reproduction
position corresponding to the performance tempo.

Further, in the illustrated example of FIG. 8, there has
occurred a delay “deviation” at the reference timing of the
third beat (1-3) of the first measure; the amount of the devia-
tion is represented by At2. In this case, at the correction
position indicated by the first sync point information (ss3)
after the reference timing of the third beat (1-3) of the first
measure, an operation is performed for advancing the current
reproduction position of the waveform data by the measured
deviation or delay amount At2 (see steps S27 and S28), simi-
larly to the aforementioned. Namely, reproduction of the
succeeding waveform segment w6 is started while being sub-
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jected to fade-in control from a position later by the delay
amount At2 than the first reproduction position of the wave-
form segment w6 (namely, the first reproduction position of
the waveform segment w6 is virtually advanced to a position
ss3"), and simultaneously, reproduction of the remaining por-
tion of the preceding waveform w5 is continued while being
subjected to fade-out control. Similar operations are per-
formed for the succeeding waveform segments although not
described here to avoid unnecessary duplication. Whereas the
foregoing paragraphs have described the correction method
in relation to the cases where reproduction of the audio wave-
form data has been delayed behind the reference timing (i.e.,
tone reproduction based on the MIDI data), correction similar
to the aforementioned is performed in cases where reproduc-
tion of the audio waveform data has been advanced ahead of
the reference timing (tone reproduction based on the MIDI
data). Namely, in response to arrival of the correction position
indicated by the sync point information, the instant embodi-
ment may perform fade-out control on the currently-repro-
duced waveform data and simultaneously move forward or
delay the current reproduction time of the advanced wave-
form data by the last measured deviation amount so that
reproduction of the waveform data is started while being
subjected to fade-in control in another channel.

Whereas the foregoing paragraphs have described the cor-
rection method where the last measured deviation is corrected
in response to arrival of the correction position indicated by
the sync point information (see FIG. 2) for ease of descrip-
tion, the correction method employed in the present invention
is not limited to the above. For example, the current repro-
duction position may be corrected on the basis of an average
value between the last and last-but-one measured deviations.
Further, it is preferable that an amount of correction at the
correction position be changed as necessary in accordance
with a frequency of deviation measurement and/or measure-
ment accuracy.

Also note that the correction positions (sync points) and the
reference timing (measurement points) need not necessarily
correspond to each other in one-to-one relation. Namely, it is
not necessary to set one correction position (sync point) per
beat. For example, all positions satistying a predetermined
criterion, such as all positions where the amplitude level is
smaller than a predetermined value) may be set as correction
positions (sync points).

Also note that the correction position information (sync
point information) indicative of a correction position (sync
point) and stored together with the waveform data may be
information defining a correction position (sync point) in
accordance with a given condition instead of specifically
identifying a particular correction position (sync point). For
example, the correction information may be information
defining, as a correction position (sync point), a time point
when the amplitude level has become smaller than a prede-
termined value. In such a case, the changing amplitude level
is measured at any time so as to detect, in response to the
amplitude level having become smaller than the predeter-
mined value, that the correction position (sync point) indi-
cated by the correction position information (sync point
information) has arrived, and, in response to such detection,
the current reproduction position of the waveform data may
be corrected in accordance with a measured deviation.

As well known in the art of an automatic accompaniment
using accompaniment pattern data, when one of the sets of
waveform data that corresponds to one of main performance
patterns (the main section), the reproduction section repeti-
tively reproduces the one of the sets of waveform data that
corresponds to one of the main performance patterns, and
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when one of the sets of waveform data that corresponds to one
of'the sub performance patterns (the fill-in section), the repro-
duction section reproduces at least once the one of the sets of
waveform data that corresponds to one of the sub perfor-
mance patterns and then returns to reproduction of one of the
sets of waveform data that corresponds to one of the main
performance patterns.

According to the automatic performance apparatus of the
present invention, as set forth above, a plurality of sets of
waveform data representative of different performance pat-
terns are prestored, and onset information (switchover posi-
tion information) indicative of a rising waveform position, or
a small-amplitude-level waveform position preceding such a
rising waveform position, of each of a plurality of tones
included in the waveform data are prestored together with the
waveform data. Once any one set of waveform data is desig-
nated from among the plurality of sets of waveform data,
control is performed for effecting a switchover from a first set
of waveform data, which was being reproduced until just
before the designation, to the designated or new, namely a
second set of, waveform data, so that a reproduced waveform
signal of a performance pattern based on the second set of
waveform data different from the last performance pattern
(i.e., pre-switchover performance pattern) based on the first
set of waveform data is generated. At that time, generation of
a reproduced waveform signal based on the first set of wave-
form data is maintained till arrival of the reproduction timing
of a possible switchover position corresponding to the onset
information of the second set of waveform data, so that gen-
eration of the reproduced waveform signal based on the sec-
ond set of waveform data is generated from the reproduction
timing of the switchover position corresponding to the onset
information.

Namely, according to the present invention, the control for
effecting a switchover to the designated (the second set of)
waveform data is not performed in immediate response to the
designation of the second set of waveform data; instead, such
control for effecting a switchover to the second set of wave-
form data is performed following arrival of the reproduction
timing of a possible switchover position corresponding to the
onset information. Thus, even when a switchover instruction
has been given, for example, at desired enroute timing
between bar lines of a measure, the control for effecting a
switchover to the designated (the second set of) waveform
data is performed as quickly as possible prior to arrival of the
next measure (bar line). Further, by performing the switcho-
ver control at the reproduction timing of a rising waveform
position, or a small-amplitude-level waveform position pre-
ceding such a rising waveform position, of each tone in the
second set of waveform data, it is possible to minimize a
possibility of sound quality deterioration, such as generation
of noise, occurring at the time of the switchover.

Whereas the present invention has been described above in
relation to one preferred embodiment, it is not limited to such
an embodiment, and various other embodiments of the
present invention are of course possible. For example,
whereas the preferred embodiment has been described above
in relation to synchronized reproduction of audio waveform
data and MIDI data, the present invention is also applicable to
synchronized reproduction of different sets of audio wave-
form data. More specifically, the basic principles of the
present invention are also applicable to a disk jockeying (DJ)
application where a plurality of different sets of audio wave-
form data are handled, and other applications where audio
reproduction is to be synchronized between a plurality of
devices.
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Further, it is not necessarily essential to simultaneously
start reproduction of different sets of data that are to be
reproduced in a synchronized fashion. For example, after
reproduction of one set of data (e.g., a set of MIDI data) is
started first, and then reproduction of another set of data (e.g.,
a set of audio waveform data) may be started. In such a case,
different beat positions of the two sets of data, e.g. the second
beat of one of the sets of data and the first beat of the other set
of data, may be synchronized with each other, instead of the
two sets of data being synchronized with each other at the
same beat (e.g., first beat of the two sets of data) on a measure-
by-measure basis.

It should also be noted that the error or deviation measure-
ment may be performed at any desired timing or in any
desired fashion, without being limited to the aforementioned
beat-by-beat basis, such as on an eighth-note-by-eighth-note
basis or on an upbeat-by-upbeat basis, as long as a deviation
between a reproduction position of a reference tone (tone
based on MIDI data) and a reproduction position of a tone
based on audio waveform data can be measured. In such a
case, information indicative of positions, in a waveform, cor-
responding to a plurality of eighth notes or upbeats of indi-
vidual beats may be stored as the audio part control informa-
tion.

This application is based on, and claims priority to, JP PA
2012-142892 filed on 26 Jun. 2012. The disclosure of the
priority application, in its entirety, including the drawings,
claims, and the specification thereof, are incorporated herein
by reference.

What is claimed is:

1. An automatic performance apparatus comprising:

a storage section configured to store therein a plurality of
sets of waveform data, and switchover position informa-
tion indicative of, for each of the sets of waveform data,
one or more possible switchover positions in the wave-
form data, wherein each set of the sets of waveform data
has a time length of one or more measures and each of
the one or more possible switchover positions specifies a
unique time position within the one or more measures,
other than a start time or an end time of the one or more
measures;

a reproduction section configured to reproduce any one of
the sets of waveform data, stored in said storage section,
in accordance with passage of time;

a designation section adapted to designate, during repro-
duction by said reproduction section of a first set of
waveform data of the plurality of sets of waveform data,
a second set of waveform data of the plurality of sets of
waveform data; and

a control section configured to perform control such that
said reproduction section switches the waveform data to
be reproduced thereby from the first set of waveform
data over to the second set of waveform data in response
to waveform data reproduction timing of said reproduc-
tion section arriving at one of the possible switchover
positions indicated by the switchover position informa-
tion corresponding to the second set of waveform data
designated via said designation section, reproduction of
the second set of waveform data being started at the
possible switchover position corresponding to the repro-
duction timing.
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2. The automatic performance apparatus as claimed in
claim 1, wherein each of the plurality of sets of waveform data
corresponds to a different music performance pattern.

3. The automatic performance apparatus as claimed in
claim 1, wherein the one or more possible switchover posi-
tions in each of the sets of waveform data correspond to one
or more tone start positions included in the waveform data.

4. The automatic performance apparatus as claimed in
claim 3, wherein at least one of the one or more possible
switchover positions is determined so that the possible
switchover position precedes the corresponding tone start
position.

5. The automatic performance apparatus as claimed in
claim 1, wherein the waveform data stored in said storage
section are waveform data of tones performed in accordance
with a basic tempo, and

which further comprises a tempo setting section configured
to variably set a performance tempo, and

wherein

said reproduction section performing time axial stretch/
compression control on the waveform data, which are to
be reproduced thereby, in accordance with a ratio
between the basic tempo and the performance tempo set
by said tempo setting section so that the waveform data
are reproduced in accordance with the set performance
tempo.

6. The automatic performance apparatus as claimed in
claim 1, wherein said storage section stores therein one or
more sets of waveform data corresponding to one or more
main performance patterns and one or more sets of waveform
data corresponding to one or more sub performance patterns,

said designation section adapted to designate, as the second
set of waveform data, one of the sets of waveform data
that corresponds to one of the sub performance patterns,
and

when one of the sets of waveform data that corresponds to
one of the main performance patterns, said reproduction
section repetitively reproduces the one of the sets of
waveform data that corresponds to one of the main per-
formance patterns, and when one of the sets of waveform
data that corresponds to one of the sub performance
patterns, said reproduction section reproduces at least
once the one of the sets of waveform data that corre-
sponds to one of the sub performance patterns and then
returns to reproduction of one of the sets of waveform
data that corresponds to one of the main performance
patterns.

7. A computer-implemented method for executing an auto-
matic performance by use of a plurality of sets of waveform
data stored in a storage section, the storage section further
storing switchover position information indicative of, for
each of the sets of waveform data, one or more possible
switchover positions in the waveform data, each set of the sets
of waveform data having a time length of one or more mea-
sures, each of the one or more possible switchover positions
specifying a unique time position within the one or more
measures, other than a start time or an end time of the one or
more measures, said method comprising:

a reproduction step of reproducing any one of the sets of
waveform data, stored in the storage section, in accor-
dance with passage of time;

a designation step of designating, during reproduction by
said reproduction step of a first set of waveform data of
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the plurality of sets of waveform data, a second set of
waveform data of the plurality of sets of waveform data;
and
a step of performing control such that said reproduction
step switches the waveform data to be reproduced
thereby from the first set of waveform data over to the
second set of waveform data in response to waveform
data reproduction timing of'said reproduction step arriv-
ing at one of the possible switchover positions indicated
by the switchover position information corresponding to
the second set of waveform data designated via said
designation step, reproduction of the second set of wave-
form data being started at the possible switchover posi-
tion corresponding to the reproduction timing.
8. A non-transitory computer-readable medium containing
a program for causing a processor to perform a computer-
implemented method for executing an automatic perfor-
mance by use of a plurality of sets of waveform data stored in
a storage section, the storage section further storing switcho-
ver position information indicative of, for each of the sets of
waveform data, one or more possible switchover positions in
the waveform data, each set of the sets of waveform data
having a time length of one or more measures, each of the one
or more possible switchover positions specifying a unique
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time position within the one or more measures, other than a
start time or an end time of the one or more measures, said
method comprising:

a reproduction step of reproducing any one of the sets of

waveform data, stored in the storage section, in accor-
dance with passage of time;

a designation step of designating, during reproduction by

said reproduction step of a first set of waveform data of
the plurality of sets of waveform data, a second set of
waveform data of the plurality of sets of waveform data;
and

a step of performing control such that said reproduction

step switches the waveform data to be reproduced
thereby from the first set of waveform data over to the
second set of waveform data in response to waveform
data reproduction timing of said reproduction step arriv-
ing at one of the possible switchover positions indicated
by the switchover position information corresponding to
the second set of waveform data designated via said
designation step, reproduction of the second set of wave-
form data being started at the possible switchover posi-
tion corresponding to the reproduction timing.
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